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IP Phones Grandstream

2.20 GXP-1400

Grandstream GXP1400 2-line SIP Phone
The Grandstream GXP1400 is a 2 lines IP phone with 1 
SIP account, a 128x40 graphical LCD, 3 XML 
programmable context-sensitive softkeys,dual network 
ports, and 3-way conference. The GXP1400 ships with an 
AC Power cord so you do not need to modify your network 
or buy additional accessories to make it work. The 

2.20 GXP-2000

Grandstream GXP2000 VoIP
The Grandstream GXP2000 is a 4-line SIP Phone that has a 
large 8 line Graphical LCD display and a dual 10/100 
switched network port with integrated PoE. The GXP2000 
also has 7 XML programmable line keys that can be used 
for BLF, paging, or PBX supported relay actions like 
unlocking doors. The GXP2000 has a dull duplex 

2.20 ASTRA 6730I

Featuring a 3 line LCD display, the 6730i supports up to 6 
lines with call appearances, offers advanced XML 
capability to access custom applications and is fully 
interoperable with leading IP-PBX platforms. 
 
Supported by a host of Aastra configuration options and 
product enhancements via software releases, the value 

2.20 GXV-3000

SIP Compliant and Protocols Support SIP 2.0, 
TCP/IP/UDP, RTP/RTCP, HTTP/HTTPS, ARP/RARP, 
ICMP, DNS, DHCP (both client and server), PPPoE, TFTP, 
NTP, TLS(pending)
Networking Interfaces Support dual 10M/100M auto-
sensing Ethernet ports, 2 USB (2.0) host ports, 1 audio and 
1 video output jack and headset jack
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2.20 GXW-4104

Grandstream GXW4104 4-FXO Port VoIP Gateway
The Grandstream GXW4104 analog FXO gateway allows 
small businesses and remote locations to seamlessly 
connect up to 4 PSTN lines to an existing IP PBX System 
or analog phone system. The GXW4104 features 4 FXO 
ports allowing up to 4 lines to connect to the PSTN and 2 
switched 10/100 Ethernet ports that can be routed to 

2.20 GXW-4004

The GXW400x FXS Series is an ideal solution for 
businesses looking to connect one or more lines of a 
traditional PBX to a VOIP phone system or provider. The 
GXW400x features 4 or 8-port FXS interfaces for analog 
telephones, dual 10M/100M network ports with integrated 
router, PSTN life line in case of power failure, and an 
RS232 serial port for administration.

2.20 GXW-4008

Grandstream GXW4008 8 FXS Port VoIP Gateway
The Grandstream GXW4008 is an 8 FXS port gateway that 
allows analog phones or fax machines and traditional 
analog PBX systems to connect to a VoIP system or 
provider. It features 2 10/100 network ports with an 
integrated router for connecting to the network and an RJ11 
line for PSTN failover. It also has an RS232 serial port for 



2.20 SPA3102

If power goes out or Internet service is lost, calls can be 
safely redirected to a traditional carrier via the standard 
analog interface.
 
Additional features of the Cisco SPA3102 include:
One RJ-11 POTS (Plain Old Telephone Service) FXS port 
to connect an existing analog phone or fax machine

2.20 HT503

  * 1 FXS telephone port (RJ11), 1 FXO PSTN line port 
(RJ11) with power-outage life line support,
    * Up to 2 SIP account profiles, SIP over TCP/TLS, 
SRTP
    * Dual 10/100 Mbps network ports (RJ45) with 
integrated high performance NAT router
    * Status LED for power, telephone, PSTN line, network, 

2.20 HT488

Supports SIP 2.0(RFC 3261), TCP/UDP/IP, RTP/RTCP, 
HTTP, ICMP, ARP/RARP, DNS, DHCP (both client and 
server), NTP, PPPoE, STUN, TFTP, etc.
Includes a built in router, NAT, Gateway and DMZ port 
forwarding capapble
Supports call origination and termination to/from PSTN 
(via FXO port)

2.20 HT286

Grandstream’s HandyTone 286 is a next generation, cost 
effective solution for consumers looking to transition from 
traditional analog telephone devices to the savings and 
benefits of an IP telephony network. The product interfaces 
legacy analog telephones, fax machines, analog conference 
telephones and other analog devices to IP based telephony 
networks. The HandyTone286 is an entry level Voice-over-

2.20  GXW-4024

The GXW4024 gateway enables small and medium 
businesses to create a cost-effective hybrid IP and analog 
telephone systems and enjoy the benefits of VoIP 
communications while preserving investment on existing 
analog phones and traditional PBX systems.
 
High density SIP based analog telephone VoIP gateway
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